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Abstract: To optimize the data migration performance between different supercomputing centers
in China, we present TCP-DQN, which is an intelligent TCP congestion control method based on
DQN (Deep Q network). The TCP congestion control process is abstracted as a partially observed
Markov decision process. In this process, an agent is constructed to interact with the network
environment. The agent adjusts the size of the congestion window by observing the characteristics
of the network state. The network environment feeds back the reward to the agent, and the agent
tries to maximize the expected reward in an episode. We designed a weighted reward function to
balance the throughput and delay. Compared with traditional Q-learning, DQN uses double-layer
neural networks and experience replay to reduce the oscillation problem that may occur in gradient
descent. We implemented the TCP-DQN method and compared it with mainstream congestion
control algorithms such as cubic, Highspeed and NewReno. The results show that the throughput of
TCP-DON can reach more than 2 times of the comparison method while the latency is close to the
three compared methods.

Keywords: congestion control; reinforcement learning; TCP

1. Introduction

In recent years, China’s supercomputers have made great progress. The Sunway
TaihuLight and Tianhe have become one of the fastest supercomputers in the world.
However, the storage resources are widely dispersed and autonomous among the national
supercomputing centers. Large-scale computing applications urgently need a global data
space that can support cross-domain unified access, wide area data sharing, storage and
computing collaboration. To solve this problem, we built the virtual data space to aggregate
storage resources among different supercomputing centers. One challenge of virtual data
space is to build a high-performance and reliable network transmission protocol to fit the
demand of Giga Bytes or even Tera Bytes scale data migration.

Congestion control is the key technology to achieve efficient and reliable transmission.
The virtual data space is built on WAN, which is complex and changeable. Although
researchers have proposed a variety of TCP congestion control algorithms in the past
30 years, such as New Reno [1], Vegas [2], Highspeed [3] and cubic [4], etc., these methods
are designed according to the characteristics of the specific network environment and can
only be worked according to a predefined rule. Therefore, these methods are difficult to
adapt to the complex and changeable network environment of virtual data space. Whether
the classic new Reno or cubic algorithm, which is currently used as the default TCP
congestion control algorithm in Linux operating systems, its core idea is to regulate network
congestion parameters based on some predefined rules. These methods are only suitable
for scenarios with relatively stable network conditions. If the network conditions change,
the traditional methods cannot adapt to the new scenarios. Therefore, researchers proposed
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using reinforcement learning (RL) to build a smart congestion control method. As a research
hotspot in the machine learning field, reinforcement learning has been widely used in UAV
control [5], robot control [6], optimization and scheduling [7,8] and computer games [9].
The basic idea of RL is to construct an agent to interact with the environment, and to learn
the optimal strategy by maximizing the cumulative reward obtained by the agent from
the environment. Compared with the traditional method, the congestion control method,
based on reinforcement learning, has better adaptability and can learn a new strategy from
the changed network environment. Li et al. [10] proposed QTCP, which is a TCP congestion
control method based on Q-Learning (QTCP). The core idea of Q-learning method [11] is
to estimate the Q value of all state-action pairs (s, 2). Q represents the expected reward that
can be obtained by taking action a from the current state s until the episode ends. If the
Q value of all state-action pairs (s, a) is estimated, the optimal congestion control strategy
is trivial. It can be achieved by always selecting the action a which can maximize the Q
value at every step. However, the state space of TCP congestion control is too large. If all
Q values of (s, a) pairs are saved as a two-dimension table in memory, it will overfit the
memory. It is difficult to implement and unnecessary in practice. At present, the solution
to this problem is to use a function to approximate the Q value table. QTCP uses the
Kanerva coding function to approximate the Q value. However, the Q-learning method
converges slowly after approximating the Q-value table with functions. Since the purpose
of Q-learning method is to find the unbiased Q value of all state action pairs (s, a), the exact
value of Q needs to be estimated by iterating on Bellman equation. However, if the Q-value
table is approximated by a function, the Bellman equation will be bootstrapped. When
the Q-value changes slightly, it may lead to severe oscillations during the training process.
Moreover, when the action space of Q-learning method is large, it is easy to converge
to a local optimal solution. Therefore, the QTCP does not work very well. Compared
with NewReno, QTCP improves the throughput by 59.5%. The results may look good;
however, it has been 20 years since the NewReno method was proposed in 1999. The
NewReno method has been deprecated in practice. The cubic algorithm, which is used
as the default congestion control method in Linux OS, improves the throughput by 200%
compared with NewReno. Compared with the cubic method, QTCP has little advantage.
To build a more efficient congestion control method by leveraging reinforcement learning,
we propose TCP-DQN, which is a congestion control method based on the DQN algorithm,
to implement efficient and reliable data migration in virtual data space. DQN [9] is the
state-of-the-art method of the Q-learning family. DQN uses experience replay and target
network to reduce the correlation between training data, solving the oscillation problem in
the traditional Q-learning method. The main contributions of this paper are as follows

(1) We propose TCP-DQN. By leveraging the state-of-the-art DQN algorithm, the training
of the congestion control is more stable and faster than the conventional Q-learning
method.

(2) We implemented TCP-DQN and compared it with the cubic method, which is the
state-of-the-art congestion control algorithm and is used as the default congestion
control method in Linux kernel. The results show that TCP-DQN can improve the
throughput by 200% compared with cubic.

2. Related Works
2.1. Traditional Congestion Control Protocols

Improving network performance is a hot research topic [12,13]. Over the years,
researchers have proposed various congestion control algorithms. They can be roughly
divided into four types according to design principles: loss-based, delay-based, capacity-
based, and hybrid.

Reno, NewReno, and BIC are representatives of loss-based congestion control mecha-
nisms. They both use packet loss to detect congestion and reduce the congestion window
(CWND) to reduce network congestion when congestion is detected, where Reno and
NewReno halve CWND only when three duplicate ACKs are detected, while cubic uses the
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cubic function to adjust CWND. Loss-based congestion control mechanisms use packet loss
as the only signal to detect congestion. When the receive buffer is large, the data will not be
lost until the buffer is full. During this period, the sender continues to increase its sending
rate. In this case, there is a long time difference between the occurrence of congestion and
the awareness of network congestion by the congestion control mechanism.

Delay-based congestion control mechanisms can solve the above problems by using
delays instead of packet loss as the congestion signals. Vegas [14] is the representative
of delay-based congestion control protocol. When Vegas detects that RTT exceeds the
threshold value, it starts decreasing CWND.

Capacity-based congestion control mechanisms use the estimation of link sending
capability as the basis for congestion control. Westwood [15] is improved from NewReno,
which measures ACK packets to determine an appropriate send speed and adjusts CWND
and slow start thresholds.

The Hybrid congestion control mechanism combines the above two congestion control
mechanisms to get their own advantages and further improve the congestion control.
Compound [16], BBR [17] belong to Hybrid congestion control mechanism.

Each of the above congestion control mechanisms has its own unique attributes,
advantages, and disadvantages. However, since traditional congestion control mechanisms
use a set of rules to control CWND and other related parameters, it is difficult for traditional
congestion control protocols to adapt to the complexity and rapid development of modern
networks.

2.2. Reinforcement Learning and Its Applications

Reinforcement learning (RL) is a subarea of machine learning. The basic idea of RL is to
construct an agent to interact with the environment and learn the best policy to achieve the
goal by maximizing the cumulative reward that the agent receives from the environment.
In essence, network congestion control can be regarded as an optimization problem [18-20].
Reinforcement learning has been widely used in many important areas. Y Ji et al. [21]
proposed a novel energy management approach for real-time scheduling of an microgrid.
Y. Fang et al. [22] proposed a reinforcement learning method to optimize the XSS detection
model to defend against adversarial attacks. In the past, researchers have proposed
a large number of optimization methods, such as NSGA-III variants [23]. Compared
with traditional congestion control algorithms, the congestion control algorithm based
on reinforcement learning has better adaptability and can learn new congestion control
policies from the network environment independently. Due to this feature, reinforcement
learning has become an important tool for network and protocol designers in recent years.
The study of congestion control based on reinforcement learning has become a hot spot
and has been applied in various areas. For example, Le T. et al. [24] suggests learning
channel allocation decisions by using a linear bandit model to minimize total switching
costs in multichannel wireless networks. N. Liu et al. [25] uses deep reinforcement learning
(DRL) to deal with large and complex state spaces when solving cloud resource allocation
and power management problems. Xu et al. [26] presents a DRL-based framework for
energy-efficient resource allocation in cloud RAN. Lu et al. [27] propose a reinforcement
learning-based decision method for electricity pricing plan selection by smart grid end
users. Pérez et al. [28] present a deep reinforcement learning method for energy-conscious
optimization of edge computing. Jung et al. [29] propose a deep inverse reinforcement
learning method for autonomous driving in an urban environment. Deltetto et al. [30]
present a reinforcement learning (rl) control strategy for the participation in an incentive-
based demand response program of a cluster of commercial buildings. Fischer et al. [31]
use a reinforcement learning method to address the question of whether they can predict
reaching movements in a full skeletal model of the human upper extremity. In addition,
there are many algorithms based on reinforcement learning to improve the quality of
service of network applications. Habachi et al. [32] presented an algorithm based on RL to
generate congestion control rules to optimize QoE for multimedia applications. Hemmati
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et al. [33] defines the network resource allocation problem as a DEC-POMDP model in a
multiuser video stream, and applies a distributed RL algorithm to solve the problem. Hooft
et al. [34] uses RL algorithm to improve the QoE of video streams by adaptively changing
parameter configurations. Its limitation is the use of a table-based algorithm, thereby
limiting their application to large continuous domains. Cui et al. [35] presented Hd-TCP: a
custom congestion control algorithm that uses deep reinforcement learning to deal with the
poor network experience caused by frequent network switching on high-speed networks
from a transport layer perspective.

All above scenarios are task driven. They are designed for specific applications and
cannot be applied directly to congestion control problems. QTCP [10] is the first solution to
directly apply RL to TCP congestion control protocol design. QTCP continuously updates
the values of possible state-action pairs of protocols based on measurements of performance
indicators collected from the network environment and uses the Q-Learning algorithm to
search for the best action, that is, how to adjust CWND. In a particular state, maximize the
long-term return of the sender. However, QTCP may cause repeated oscillations during
training, and it is easy to converge to the local optimal solution when the Q-Learning
method has a large space of motion.

TCP-Drinc [36] is a model-free intelligent congestion control algorithm based on deep
reinforcement learning, which gets experience from past network states and determines
how to adjust the CWND based on the experiences. The experimental results show that
TCP-Drinc congestion control algorithm achieves a balance between throughput and RTT.
It has a more stable and average performance than NewReno, Vegas, and other algorithms,
but there is no significant improvement in throughput.

Rax [37] uses online reinforcement learning to maintain the best congestion window
based on the received reward from the network environment. It has a lower packet loss
rate, but less throughput improvement than Reno, PCC, and other congestion control
algorithms. VNE-TD [38] uses TD Learning to solve the Virtual Network Embedding.

Q-learning algorithm is widely used in congestion control. However, when the action
space of Q-learning algorithm is large, Q-learning is very easy to converge to the local
optimal solution. To solve this problem, we propose a DQN based network congestion
control method. Compared with the traditional Q-learning algorithm, DQN converges
more quickly, has much better performance.

3. Background
DQON

Q-learning [11] is a value-based reinforcement learning algorithm, which is the basis
of DQN. Generally speaking, reinforcement learning interacts and learns from the envi-
ronment by using an agent. The agent tries to generate a suitable action to maximize the
received reward in a particular state, and finally learns the optimal control policy. The
core idea of reinforcement learning is trial and error mechanism and policy optimization.
Agents improve their policy by trying various actions to learn the good action that can get
more reward from the environment.

In Q-learning, a greedy policy is used to generate the action 4, which means the agent
will always choose the action that can obtain the maximum Q value in each state s. The
core idea of Q-learning is the Q(s, a) function. The Q(s, 4) function represents the cumulated
reward until the current episode ends after choosing an action a in state s. According to the
Bellman equation, the Q value can be iteratively calculated by Equation (1).

Q(st,ar) < Q(st,ar) + a(R(st, ar) + ymax,Q(s¢11,a) — Q(st,at)) 1)

where « is the learning rate; R is the reward value obtained after performing the action a;;
7y represents the discounting factor, which determines the importance of future rewards. In
theory, all Q(s, a) values can be held in a two-dimensional table, and all the exact Q values
can be calculated by iterating enough times according to Equation (1). After calculating all
Q values in the Q table, the optimal control policy is trivial, which can be implemented by
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choosing the action a2 which can maximize the Q value at each state. However, in practical,
the Q table is too large to hold in memory. Therefore, a function is used to approximate the
Q table, which means the Q value can be estimated if a (s, 4) pair is inputted to the function.
The simplest way is using a linear function to approximate the Q table. To get a better
result, a non-leaner function such as artificial neural network can be used to approximate
Q table. However, with function approximation, the oscillation problem may be occurred
during the training process.

As shown in Figure 1, DON [12] is the development of Q-learning algorithm [13],
which is a new algorithm combining deep learning with reinforcement learning. DQN
solves the oscillation problem during training by experience replay and dual neural net-
work. Different from Q-learning, the parameters are updated immediately after gaining
experience in each step, DQN saves the experience e; = (s¢, a4, 11, 5:.41) obtained in each
step to an experience pool, which is formalized as D; = {ej, ..., e; }. DQN will randomly
sample experience from the experience pool to update the parameters. This mechanism
has three advantages:

(1) Each experience may be used for multiple parameter updating. Combing with the
experience replay, the learning is more effective.

(2) The samples of Q-learning learning are generated in continuous actions, which makes
the samples have strong correlation with each other and result in oscillation in training.
DQN randomly samples from the experience pool to eliminate the correlation between
continuous samples and enhance stability of the training process.

(3) DQN randomly picks samples from the experience pool for training, which avoids
the problem that Q-learning may fall into a local optimal solution. In addition, DQN
constructs two neural networks with the same structure for learning. They are: Q-
network and target-Q network. Samples are generated by the target-Q network, and
the Q-network is used for parameter update. After c-time parameter update, the
parameters of Q-network are copied into target-Q network. This leads to more stable
training because it keeps the target function fixed (for a while). The algorithm of DQN
is described as follows (Algorithm 1):

Algorithm 1. DQN

Initialize replay memory D to capacity N
Initialize action value function Q with random weights 6
For episode =1, M do
Initialize sequence s; = {x1} and preprocessed sequence ¢; = ¢(s1)
Fort=1,Tdo
With probability € select a random action a;
Otherwise select a; = argmax,Q(¢(st), a; 0)
Execute action 4; in emulator and observe reward r; next state x; , 1
Set s;11 = st,arx;41 and preprocess ¢y 11 = P(541)
Store transition (¢, at, ¢, Py41) in D
Sample random minibatch of transitions (qu, aj,tj, <p]-+1> from D

Set i — rj if episode terminates at step j+1
= rj +9maxyQ(¢jy1,4’;60) otherwise

2
Perform a gradient descent step on (yj —Q(¢j,aj; 9)) with respect to the

network parameters 6
End for
End for

x; represents the observation at the time-step t. 6 is used as the weights of the
neural network in DQN. ¢ is the preprocessing function. The DQN algorithm is originally
proposed to play the Atari games. Working directly with raw Atari frames, which are
210 x 160-pixel images with a 128 color palette, can be computationally demanding, so
DQN applies a basic preprocessing step aimed at reducing the input dimensionality. In our
implementation, the input data are small. Therefore, we do not’ use a preprocess function.
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T represents the terminate time-step. The agent will select a random action to explore the
environment with probability ¢, which can be preset by the user.

Q Table
State-Action Vi
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Q Learning

RO 04
Figure 1. Q-learning vs. DQN.

4. Framework

The TCP-DQN framework is shown in Figure 2. The core of reinforcement learning
is to abstract the environment and agent. We take the virtual data space network as
the environment, and the agent adjusts the congestion window by observing the state
information in the environment to optimize the performance of the virtual data space
network. After making the action and interacting with the environment, the agent gains the
reward from the environment. The agent updates the artificial neural network parameters
to maximize the Q value.

4 I

Observation of

the current state

| Solve the

. N ' Sampling
| optimized DON experience to [
cont‘rol update DQN |
| policy parameters

(3uswuouiauz)aceds elep [enuip

| window pool

|
Congestion - Experience :
|

Figure 2. TCP-DQN framework.

4.1. Problem Formulation

The TCP congestion control process can be abstracted as a partially observable Markov
decision process, which is defined as a quintuple {S, A, R, P, v}. Where S is the set of all
states. s; € S is the state observed at time ¢, and the initial state is sg; A is the set of actions,
and a; € A is the action taken at time £; R is the reward function defined as

R(st, at) = E(Ryt1]st, ar) ()
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According to Equation (2), if the agent is in state st at time-step t, and selects the
action at, then the reward Ry, is received from the environment at time-step ¢ + 1; P is the
transition probability matrix, defined as

Pe =P(spy1 =5'|sy =s,a; = a) 3)

Equation (3) represents the probability from the state s’ to the state s if the action
a is chosen at time ¢. 7y € [0, 1] is the discounting factor, which reflects the decay rate
of the future rewards. The discount factor reflects the design idea of the reinforcement
learning algorithm, which means the reward that can be obtained immediately is preferred.
Whereas the reward obtained in the future will be decayed by a certain proportion.

The reinforcement learning algorithm starts from an initial state sy. According to the
observed state s;, the action a; is selected by a policy function 7 (a; | s¢). According to the
state transition matrix P (sy41 | s¢, a¢), the reinforcement learning algorithm gets the reward
R441 from the environment. The goal of reinforcement learning is to optimize the strategy
function to maximize the expected reward, which is defined as

Gt =Ri + 1R + Y Riga ... + 7 Ren
=Y IR

4)

In Equation (4), T is the time-step at which the episode terminates.

4.2. State Space

Designing a reasonable state space s; is the key to achieve an efficient reinforcement
learning goal. Only by observing enough information, the reinforcement learning algo-
rithm can choose good actions. However, too much state information will increase the
computation cost and slow down the learning speed. Therefore, we design the state space
s¢ including the following parameters:

(1) The relative time t. The time that has been elapsed since the TCP connection was
established. In cubic algorithm, the window size is designed as a cubic function
of time t. Therefore, we consider t as an important parameter to determine the
congestion window.

(2) Congestion window size. Congestion control algorithm needs to adjust the new
window size based on the current one. If the current congestion window is small, the
agent will increase the window faster; else if the window is large, the agent will stop
increasing the window size or slowly increasing the window size.

(3) Number of unacknowledged bytes. The number of bytes sent but not confirmed
by the receiver. If the network link is compared to a water pipe, the number of
unacknowledged bytes can be understood as the water stored in the pipeline. If there
is enough water in the pipeline, the water injected into the pipeline should be stopped
or reduced, else the water should be injected more. Therefore, the water injection
rate (congestion window size) should be determined according to the water volume
(number of unacknowledged bytes) in the pipeline.

(4) Number of ACK packets. This parameter can indirectly reflect the congestion situation.
If the number of received ACK packets is normal, it indicates that the network is
in a good condition and congestion has not occurred. The size of the congestion
window can be increased. Otherwise, it indicates that the network is congested and
the congestion window should be maintained or reduced.

(5) Average RIT (round trip time) value. The average RTT value in the observation
period. RTT refers to the total time spent from sending to receiving ACK for a data
packet. The RTT value is closely related to the network congestion. If the network
congestion is serious, the RTT value will increase significantly. Therefore, RTT value
can reflect the network congestion. The congestion control algorithm should adjust
the congestion window according to RTT value.
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(6) Throughput. The throughput during the observation period. Throughput is defined
as the number of data bytes confirmed by the receiver per second. This parameter
directly reflects the network status. High throughput indicates that enough packets
have been sent into the network link. Otherwise, it indicates that the current network
bandwidth is more redundant, and more packets can be sent on the link.

(7)  Number of lost packets. The number of lost packets indicates the congestion situation
of the current network. If the number of lost packets is small, the agent should
increase the congestion window. Otherwise, the agent should decrease the congestion
window.

4.3. Action Space

a; is defined as the adjusting action of the congestion window at time T. We define the
action as the increase in n segments to the congestion window, as shown below

cwnd = cwnd + n x segment 5)

A segment is the unit of end-to-end transmission in the TCP protocol. A segment
consists of a TCP header followed by application data. A segment is transmitted by
encapsulation inside an IP datagram.

The action is defined as the choice of 1, which is a one-dimensional discrete vector. Its
value range is set to (—50, 50).

The design idea of Equation (5) is to provide a generalized equation to determine
the growth rate of congestion window according to the observed state information. In
different network scenarios, the agent should choose reasonable strategies to effectively
utilize the network bandwidth. In a high bandwidth environment, the congestion window
grows exponentially by adjusting n > 1, Otherwise, in a low bandwidth environment, the
congestion window grows linearly by adjusting n = 1. In case of network congestion, the
agent adjusts 1 < = 0 to keep or reduce the congestion window and relieve the congestion
pressure.

4.4. Reward Function

7t is defined as the reward received from the environment at time ¢. The reward
function is shown in Equation (6).

T’t:DC< T_Tmin >—(1—0€)< T’ti’—l"ttmin > (6)
Tmax = Tmin Tttmax — Tttmin

T represents the current observed throughput. Tmax represents the historically ob-
served maximum throughput. rtt represents the average round trip time during the
observation period. rttni, represents the minimum round-trip time observed during the
observation period. & is the weight factor, which is a super parameter, reflecting the weight
ratio of throughput and RTT to the reward value. & determines that the optimization goal

of congestion control algorithm is more focused on throughput or RTT. In the experiment,
« = 0.5 is chosen to balance throughput and RTT.

5. Results and Discussion
5.1. Experimental Environment

A high-performance server is used to measure and compare the performance of
TCP-DQN

(1) CPU: Intel (R) Xeon (R) silver 4110 CPU @ 2.10 GHz processor;
(2) Memory: 32 g DDR4 memory;

(3) GPU: NVIDIA Titan V;

(4) Operating system: Red Hat 4.8.5-28.
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We implemented TCP-DQN method and tested its performance in virtual data space.
The TCP-DOQN is compared with the representative TCP congestion control algorithms
such as cubic, NewReno, and HighSpeed. NewReno is a classic congestion control algo-
rithm; HighSpeed is a congestion control algorithm designed for the high-speed network
environment; cubic is the default TCP congestion control algorithm since Linux kernel
version 2.6.19. According to our real test, the average network bandwidth of virtual data
space is close to 67.8 Mbps, the delay is close to 56 ms, and the packet loss rate is close
to 0.01%. The time step of TCP-DQN is set to 0.1 s. After training with 60,000 steps, the
reward obtained has become stable, indicating that the algorithm has converged.

As shown in Figure 3, we use a simple Muti-Layer Perception to build our DQN
network architecture. There are two hidden layers and each layer has 64 nodes. The
input layer has seven nodes, which are used to observe the current state. The output layer
has 101 nodes, each represents the Q value of the corresponding action. The first node
represents the action —50, the second node represents the action —49, ..., and the last
node represents the action 50. If exploration is not triggered in the current time-step, then
the action with max Q value will be selected. For example, if the first output node has the
max Q value, then the action —50 is selected. According to Equation (5), the cwnd should
be reduced by 50 segments.

R O a
/ N /'/" \ 4 : \
- 7\\\” /" \ ) ”/“
,/'/ ;\\ N
: R 4 y
-a a N
( { ‘ \
N \\7”7 y .
7 5 :
O .
nodes * .
Input layer x/ N TN
‘\\\ - //,
64 101
nodes nodes nodes
Hidden layers Output layer

Figure 3. DON architecture.

We set the core parameters of DQN as follows: gamma = 0.99, learning_rate = 0.0005,
buffer_size = 50000, exploration_fraction = 0.1, exploration_final_eps = 0.02, exploration_in
itial_eps = 1.0. The exploration_fraction indicates the fraction of entire training period over
which the exploration rate is annealed; exploration_final_eps indicates the final value of
random action probability; exploration_initial_eps indicates the initial value of random
action probability. At the first time-step, the agent will definitely explore the environment
because the initial value of random action probability is set to 1. Then, the exploration rate
will be annealed. When the exploration terminates (the exploration fraction reaches up to
10%), the exploration rate is annealed to 0.02.

5.2. Throughput Comparison

We define the throughput as the size of the bytes acknowledged by the sender per
second. As shown in Figure 4, the network throughput of TCP-DQN is about twice than
that of HighSpeed and cubic methods, and is about three times than that of NewReno
method. In addition, the throughput of TCP-DQN is quite stable compared with the
other three methods. Figure 5 shows the cumulative probability density function curve
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of throughput to compare the four congestion control methods. The TCP-DQN performs
much better than the other three methods. About 80% of the sampling points of TCP-
DQN have a throughput of more than 6 MB/s. The result suggests that the traditional
congestion control algorithms, such as NewReno, cannot adapt to the WAN environment
of virtual data space, and is not suitable for data migration in virtual data space. Cubic
and HighSpeed have significant performance improvements over NewReno, but they still
cannot make full use of the available bandwidth to realize high-speed transmission. While
TCP-DON has the best performance; after a certain amount of learning, it can make full
use of network bandwidth to realize efficient data migration in virtual data space.

Throughput comparison

[— cubic
87 NewReno

—— HighSpeed

e " !
| W‘I" w ’;W“ I

0 100 200 300 400 500 600
Timeline(s)

Throughput(MB/s)
» w
e ———

Figure 4. Throughput performance comparison.

Throughput CDF
1.0-— CUBIC
—— NewReno
—— HighSpeed
0.8 - —— TCP-DQN
> 0.6
E
]
Qo
[=]
& 0.4
0.2 4
0.0 4

0 1 2 3 4 5 6 7 8
Throughput(MB/s)

Figure 5. Comparison of cumulative probability density distribution of throughput.

5.3. RTT Comparison

RTT represents the amount of time it takes for a packet to be sent plus the amount
of time it takes for an acknowledgement of that packet to be received, which reflects
the network delay. As shown in Figure 6, in general, the RTT values of TCP-DON and
HighSpeed method are lower than that of the other two methods. This is because the
TCP- DON tries to balance the throughput and RTT. Figure 7 shows the comparison of
cumulative probability density functions of RTT values. TCP-DQN and HighSpeed have
better network latency. In total, 90% RTT of TCP-DQON and HighSpeed are less than
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58 ms, whereas only 82% RTT of cubic are less than 58 ms; 76% RTT of NewReno are
less than 58 ms. The result suggests that the traditional NewReno algorithm not only has
poor throughput, but also has poor time latency. The time latency of cubic is better than
NewReno, but still can be improved. HighSpeed works well on WAN. TCP-DQN has a
same time latency compared with Highspeed.

rtt comparison
0.10

— CUBIC
—— NewReno
—— HighSpeed

0.09 ~ —— TCP-DQN

0.08 A

u

0.07 -

0.06 -
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Figure 6. RTT comparison.
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Figure 7. Throughput performance comparison.

5.4. Packet Loss Rate Comparison

We compared the packet loss rate of the four algorithms. As shown in Figure 8, the
packet loss rate of the four algorithms is close to 0.01%, which is consistent with the packet
loss rate of the WAN. The packet loss rate of TCP-DQN is 0.0124%, which is slightly higher
than that of the other three algorithms. This is because TCP-DQN sends the most packets,
and some packets are discarded because the router cache is full, resulting in packet loss.
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6. Conclusions

Virtual data space is of great significance for aggregating national high-performance
computing resources. Efficient and reliable data transmission is the core technology of
building virtual data space. We propose a TCP congestion control algorithm based on
near-end policy optimization algorithm to achieve efficient and reliable data migration in
virtual data space.

The main conclusions are as follows:

(1) This paper proposes a TCP congestion control algorithm based on a DQN algorithm,
which abstracts the TCP congestion control process based on reinforcement learning
into a partially observable Markov decision process. By referring to the mainstream al-
gorithm, the state space and action space are reasonably designed, and the reasonable
reward function is designed.

(2) The throughput of DQN is up to 7 MB/s on average when the bandwidth is 10 MB/s.
Compared with highspeed, cubic and NewReno algorithms, the throughput of TCP-
DON can reach more than 2-3 times. The RTT of DQN is 58 ms on average when the
minimal RTT of the physical link is 56 ms.

In the future, we will test the performance of TCP-DQN method to obtain more results,
and further propose optimization methods according to the test results to better serve the
national high-performance computing environment.
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